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SIP Basic Specification
RFC3261 SIP
RFC3264 Offer/Answer Mode

SIP-PSTN Interactive Extension
RFC2976 INFO

RFC3262 PRACK
REC2211 LIPDATE
SIP Conference Extension

RFC3265 SUBSCRIBE NOTIFY
RFC3515 REFER

SIP Instant Message & Presence Extension
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RFC3880 CPL: A Language for User Control
of Internet Telephony Services
RFC3725 3PCC
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» SlIPisanapplication-layer control protocol that can

establish, modify, and terminate multimedia sessions
(conferences).

+ SIPtrangparently supportsname mapping and

redirection services, which supports per sonal mobility.

+ SIP supportsfive facets

— User location

— User availability

— User capabilities

— Session setup

— Session management

. SiPdoes not provide services

SIP does not offer conference control
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